The snom B0 VolP telephone iz our
latest innovation for all modermn peo-
ple with high demands for future-
orignted technology combined with
user fnendiness. The large high-ras-
olution TFT color display = not anly
larger than the cne of itz little brother
snom B29, it also offers an advance-
ment in techrical nnovation. This dis-
play iz a completely newly designed
touch screen with unique, intuitive
usar interface. Thus the smom B &n-
gbles the user to sasily handle sven
complex applications like swapping
of calls, or establishment of confer-
ence calls for three paricipants wia
simple *drag and drog"”.

The wellarranged address book
makes sure that each caller can be
guickly identified. |t offers spece for

additicnal information such as com-
pany affilistion. s-mail address and
much more. The control elements
an display are designed far active
call handling, eo that the right con-
tact i salected even in multiples call
SO AL,

The audio guality on smom BR0 match-
&g the high standard thet snom cus-
tomers have coms to expect: wide-
band audio with silence suppression
and voice ectivity detection. The inte-
grated XML mini bronesser in snom B0
also provides a wide range of addi-
tional applications. Whether it be the
control of an external USE monitor-
ing camera o 1o access of the most
important stock exchange data, the
snom 870 offers a great deal of spacse
for extras.

snom

» 43" TFT Touch screen
with 24 bit color depth
* Intultive user interface
» Glgabit Ethernet Switch
» 2 X Typ A, USB - WLAN ready
» Wideband Audla
* snom Flexor CTI,
snom OCS edition ready
* Power over Ethernet
= SIP RFC3261
* Security: SIPS/SRTP, TLS
» STUN, ENUM, NAT, ICE
» National Language Support
* XML Mini Browser

Mo matter whera the smom B =
used, it iz ready for every scenano.
Mormeal power supply via wall socket,
Power over Ethernet (PoE) or WLAN
through USH; the smom 80 fits in
each working envirenmeant. A sscure
connection via VPN, TLS and SRTE,
which prevents the recording of data,
completes the picture,

The dual 33" or 55° angle footstand,
made of sturdy metal, makes all con-
tral elements eesily visible and ac-
cegsible, just like the snom B20.

WWith smom 870 the user gets comiont-
able Bccess to numercus funchons,
which hardly amy other device can
affer with such abundance and =im-

plicity.




Technical Data snom 870

GEMERAL FEATURES

= Weight: approx. 920 (680g without stand)
* Certificabes: FOC Class B, CE Mark
* Sacunty: 1EC G0SS0-1-2001,
CB test cefficabe: DE 2-008417
s 1 x LAN, 1 x PC: RJa8 (Ethemet)
= VoRage: W O
= Ethesmeet: Gigabit Swiich, 2 ports
= Power over network {PoE):
IEEE &02.3af, class 1
* Handset: RJ-484.C connection
* Headset: RJ-484.C connection
= USE: 2 xtype &

USER INTERFACE

= High reschston TFT fouchsoeen oolor desplay
= 4.3, 480 x T2 pixels. 24 bits color depth
* 20 keys, & LEDs
* 12 virtual freely programemable and
12 vanable funclion keys
= Comfortable and inbuitive menu struchans
» Call inde-afion with LED
= Caller identificatson (by display pacbure)
= LED desplay for missed and received calls
and messages
* Extended address book wath
import and export function
= Spesd dialing
* Local desl plan
= Lests of messed, received and incoming
calls (pach 100 entries)
* Indication of held calls
= Clock with automatic tme change,
calll time indication
= Call rejection (black list)
= Blocking of arsonymous callers possible
= Swapping of all calls during an cngorg call
* Auto anseer
= Selechon of ring fones, VIP ning tones.
integration of customized ring tones
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* URL dlirg

« Hational Lamguage Support

v Murte funchion

* Hands-free talking {full-duplex)
* Heyboard lock

ADDITICONAL FUNCTIONS

* WLAN bindimg wia USE Stick

* Hold

* Blind and Afended Transfer

* Hold music (via PRI

* Riedirection

v Jway Conference on the phone
* Parking. pick-up (via PR}

* Call back {Busy/Unreachablz}
» Chient Matber Code (CRC)

« Swap calls

» Audoenatic Redial

* Call Lisis

* Group call snnouncements

v BirmuRaneous wse of mukliphe

audio output desnices.

v srom Fleaoor CT1 and

s OGS edbion resdy

WEB SERVER

* Built in HTTP, HTTPS: server

» Remote configurationProvisionrg
« Dialng via Web browser,

« Password profecton

* Diagrosis (traces, logging, Syslog)

SECURITY, QUALITY OF SERVICE

* HTTPE Server/Clent

* Transport Layer Sacurity (TLS)
« SRTP (RFCATI), SIPS

* HTCP

* WLAM (BO21 pab

snom

CODECS, AUDIC

* Wideband Audio
o GT11 Adaw, plow
o GTMEA GTIA, GTE
« GEM G0 (full rabe)
o GTIR
= iLBC
« Silenoe Suppression S
Voice Adirity Detection (VAD)

SIP

« RFC3M1 compliant

* LD TCP and TLS

* Dugest Authentication

« "Locse rowbing” and “strct routing”

* PRACK (RFCINE2)

* Enror code indication

« "Reliabdity of provesional responses”
[RFCI261)

« *Eary media suppod”

« DS SRV (RFCI2EY), redurcant sereer support

o “OfferS Armwer” (RFCI2G4)

* “Messsge Waiting Indication” (RFCI843),
*Subscrigtion for MW evends" (RFCI2ES)

* "halog-siaée monitonng” (RFC 4235}

* DTMF {mul-frequency del bores)
as well as DMTF via SIP INFO

» STUM cleent (MAT traversal)

* “Event list subsorption support”™ (RFCAGEZ)

* “Brdged bre sppearance (BLAT

« "Bt provissoning withi PnP™

v "Presence/Buddy-lst feature”™

* “Busy lmp field support (BLFY”

INSTALLATION

« Automnatic sofftware updaies.

» Butomatic lsading of setbrigs via HTTRY
HTTRS/TETR

* Completely configurable through Web acoess

+ Static IP, DHCP suppart

= NTP

mrom imchrology ik



